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Plextel Configuration Architecture

e Plextel Administration Basic
e How to Access to PLEXTEL Web-Interface
e How to use PLEXTEL CLI
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Check the IP-Address
* From Console: “web-interface at http://<IP-Address>" line

[PLEXTEL IP-PBX SYSTEM (4.3.8)

ce at http:,/,192.168.123.129
efault Admin user = admin
run Setup for Plextel setup menu

e Using Default LAN interface IP-Address “10.0.0.10”
Configure you computer to be in 10.0.0.0/24 Network y 4



NS login Wu CLI Toohmlgy

Using Console - 31KSU check IP, reboot, basic command ¢inv9)

e Using SSH software (putty-pc, JellyfiSSH-mac)
Default Port 22

* Default username “admin” with “plextel” password

Consist of 4 main menu

Monitor, use to monitor system load, process, ip-pbx behavior, etc.
Logs view time, boot message, system & ip-pbx logs

Sangoma - not available -

Tools setup IP address, reboot, restart, restore Factory Default”

.



N1S login WU web interface e

QUICK Menu Language Switching

ET Welcome admin,Extensions(SIP/1017) | " [ gy ‘
# Home # Phone Books #2Call Detail Records = Message Center CRM  #Change Password  ~Setting  #Info Logout O
e — R |
‘ * Menu
ExTensioN MANAGER
“ Group Manager
% Extensions 5 View Follow-Me 5 View Extensions © Import © Export
& Incoming Call Total 69 of 100 Extensions
= Outgoing Call Show m & entries
2 Call Control
@ 0 cro Number c sac Tpe s Growp o PORPCAl oo BlF o IR ORG INTS Lang o AP o TR0 S DID ¢ Followme ¢ Roar
F Schedules - ;
. . ] 3333:3333 - mobile Poise:Home:All - - - - - - - - - - -
O u e S  Site to Site Setup
£ Fax m] 4000:KOB - mobile Poise:EngineerAll - - - - - - - - - - 2
? Manual - N . L
M enu ﬁ 0 4001:Wichian - moblle Poise:EngineerAll - - - M . - - - 8 - -
» Status @] 4002:goft - mobile Poise:EngineerAll - n 1 S 0 D n 1 G 1 D c1> - S S 2
» Report : O 4003:Tae - mobile Poise:EngineerAll - - - - - - - - - - o
» Sound m] 4004:Ton - moblle Poise:EngineerAll - 5 = - = - - . - ~ ~
, Call Features ] 4444:4444 - mobile Poise:Home:All - - - - - - - - - - B
, Call Center [ | (m] 026568597:026568597 N sip Poise:Home:All  Poise:Home:All  yes N N yes th none - - -
[ ] O 026568598:026568598 N sip Poise:Home:All  Poise:Home:All  yes N N yes th none - - -
» Manual Config
[ ] 026568599:026568599 N sip Poise:Home:All  Poise:Home:All  yes N N yes th none - - -
» Voice Interface
Showing 1 to 10 of 69 entries

Advanced
0 Available [l In use [ Busy [l Invalid || Unavailable [[ll Unmonitored  Ringing [l] Pause

@ Delete Selected + Add Analog Extension + Add IAX Extension + Add Multiple SIP + Add SIP +

CONFIGURATION INTERFACE
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N1SALAINIASTIUYOY Ganun PLEXTEL
(Plextel Basic Features)

 How to manage group

 How to add phone number

* Properties for each phone numbering

* How to use Yealink phone with PLEXTEL
Manual
« Autoprovision




Group management Poise &

PLEXTEL : - o
Welcome at dmin,Extensions| (NONE) TH EN 1

# Home # Phone Books 2 Call Detail Records © Message Center  CRM # Change Password +Setting #Info Logout 5]
— —
Me
[ e 1 GRouP MANAGER

Group Manager
cisIv Show [T < | entries Copy CSV Excel PDF

= Incoming Call

= Outgoing Call

» Call Features

» ep ¢ Priority (whisper) S Company 3 Department S Position S Music on hold S CRO Max Outlint Calls s Edit &
Call Control
@ O 0 0 Default Default Default Default Disable 0
F Schedules 1 0 Poise Home Al Default Disable 0
= Site to Site Setup
® Fax 2 0 Poise Remote Al Default Disable 0
? Manual 3 0 Poise Sale Al Default Disable 0
Nr=— 4 0 Poise Engineer Al Default Enable 0
5 0 Home Home Al Default Disable 0
» Report
6 0 Home Remote Al Default Disable 0
» Sound
7 0 Poise PM Al Default Disable 0

‘Showing 1 to 8 of 8 entries

» Call Center
N
» Manual Config M @ Delete Selected + Add New Group
» Advanced

» Voice Interface

Group Manager, [5funis a$v 1Ay doya iNgdAunduvaRiGuU IvasinsAwrinelu (Extensions) uov danun
lag Sn0udrsSuMsavA Msauaa nstsouTnsAwr (call control), Mssuangiinu (call pickup),

ASALAN Ring-Group, msmsaoaaumsTnSﬁwn (Billing), nazouq ’



Extensions management st

[ Menu 1
ExTeENsION MANAGER
m £ View Follow-Me £ View Extensions © Import © Export
= Incoming Ca Total 43 of 100 Extensions
2 outgoing cal srow T © enves oo
7 call Control
[« 0 CRO Number ¢ SA ¢ Type & Group e3 F":“"f‘"f'" ¢ BLF 2 WIR < OR < INT ¢ Lang & AP & P;“,‘:;' < DID ¢ Followme ¢ Roaming & E”"":'I'I ¢ Vmail ¢ m:ﬁ:ﬂ Edit &
F schedules
® Site to Site Setup 0 cro 4003:Mon_mobile - mobile Poise:EngineerAll - - - - - - - - - - - - - - s
i i u
® Fax Poise:Home:All
1000:1000_Ae- - o] . Poise:Sale:All =
? Manual | C Unchalee(Admin) N sip Poise:Home:All il aineeral  YeS Y Y yes  th - - - enabled  no ;
Poise:PM:AIl
1001:1001_Kae- . . Poise:Home:All .
» Status [ ] S N sip Poise:Sale:All bt ool yes Y Y yes  th - - - enabled  no /
» Report B . . Poise:Home:All
B [ ] 1002'10%53;" N sip Poise:Sale:All  Poise:Sale:All yes Y Y yes  th - - - enabled  no s
> sound U Poise:Engineer:Al
= 1003:1003_Mint- . . Poise:Home:All .
. Call Features [} Natsiya N sip Poise:Sale:Al - [oSeiComEr! yes Y Y yes  th - - = enabled  no /
- 1004:1004_Thum- . N Poise:Home:All _ .
[pe— [ ] Visut N sip Poise:Sale:All b oAl yes Y Y yes  th - - enabled  no ;
N - q - ise g Poise:Home:All R
e N B O 1005:GM+Home N sip Poise:Home:All il dineeraAl Yo Y Y yes  th - - - enabled  no ;
1006:1006_Rung- - . Poise:Home:All .
Y — | C Kwanrung N sip Poise:Sale:All b oot ot yes Y Y yes  th - - - enabled  no ;
= 1007:1007_Neung- o . Poise:Home:All .
el laterace [ ] e N sip Poise:Sale:All il catenall yes Y Y yes th - - - enabled no s
Poise:Home:All
Poise:Remote:All
| O 1008:GM Y sip  Poise:Home:Al Eg:::ﬁ:;ﬂmm yes Y % yes  th g . g enabled  yes P
Home:Home:All
Home:Remote:All
fing 1 to 10 of 43 entries First Previ 1 2 3 4 5 Next Lu‘l
) Available [l In use [ Busy [l Invalid " Unavailable [l Unmonitored  Ringing [l Pause
@ Delete Selected + Add Analog Extension + Add IAX Extension 4+ Add Multiple SIP + Add SIP Extension + MobileExtensions

Extensions Manager, ([3{un1s vanmsasona:inluivasinsAwrinalu uov Plextel PBX
SOVSU extensions IIUU SIP, IAX, Mobile Extensions




Extensions management - properties st

dogrvnisavAnurauld —

- CallerID: [dnaavda fukaiAsovUansnv |

Enable Softphone account: IJaMsi@uiu KIASOL
InsAwn a@ovya
(Hardphone & Softphone) TOEJH\)HIUUlaUKmEJ 182U

* Allow register from (ACI_) oommwudaaom lag
awmsnmr&uouo IP No=anu1sa IUWUWTU\DWUIaUKUWSLﬂO

i PIC|<Up Call From: ILJUfT]SO\)FY]IWE)IaE)ﬂﬂaU WTU\)’]UHIBU
K8 UD:aIuNsn O\)EﬂEJIlUUOOTUUOTO

* Support Intercom: IUQWOASU Buinashouaksu 1au
KU1gU |

« Enable Voicemail Box: [IJQWLABU WindoAUIeD o




N1sAvA1 Yealink Phone

Poise &
Technology

N1SAvAT IuU MANUAL

e (QSOvdou IP address UODKD|H§QD TOEJmSﬂQLJU “OK”
e U1 KUN web-interface WU IP NIIDVUUKDIASDD

* Username: admin

* Password: admin

* Tab Account

Label: lauku1eINSAWRKEDBoND:IdQVUUKIIASOY
Display Name: 1aukunainsAwrs

Register Name: 1aukngInsAwri

User Name: 1augrkiunalinsAwn

Password: password

Server Host: IP adddress uov Plextel server




N1sAvA1 Yealink Phone A)2919KU1D0 Ty

Yealink | e
Network Dsskey Features Settings Directory Security

Regiter Nore

Register Status Registered
Basic Account Registration
Line Active Enabled 0 Registers account(s) for the IP
phone.
CoES Label 1053-test [~}
Server Redundancy
Advanced Display Name 1053-test Q Itis often required in VoIP
deployments to ensure continuity
" of phone service, for events
RROsteane 1053 o where the server needs to be
taken offline for maintenance,
User Name 1053 (2] the server fails, or the connection
between the IP phone and the
Password PYTTTIey o T T
SIP Server1 @ NAT Traversal
A general term for techniques
Server Host 192.168.200.105 Port 5060 0 that establish and maintain IP
connections traversing NAT
Transport ubP 0 gateways. STUN is one of the
NAT traversal techniques.
Server Expires 3600 (7]
YYou can configure NAT traversal
SESevcene 3 o for this account.
SIP Server2 @)
[Z You can click here to get
Server Host Port 5060 (7] more guides.
Transport ubP 0
Server Expires 3600 (7]
Server Retry Counts 3 Q
Enable Outbound Proxy Server Disabled (7]
Outbound Proxy Server 1 Port 5060 (7]
Outbound Proxy Server 2 Port 5060 (2]
Proxy Fallback Interval 3600 (7]
NAT Disabled (2]

Confirm Cancel




N1SAvA1 Yealink Phone - Autoprovision Tothmshey

NNSALAN 1IUU Auto Provision

lagMsAavAILUTD:IKUEKSUNMS AvAKDIASoLSILDULN Taenlusududon Jumam,
oomTcm UUKDIASOVINSAWriIag =\

BuvKUNY consyans 11a: aODaTﬂ']SC]\)FﬂIUUE)Eﬂ\)UWﬂ

JuOoUNISHIVIU

e DQIUDS MAC address UO\)K:)IFW_SJO\)ﬁICTO\)ﬂ’]Sﬁ\)KUO TU excel file. (EﬂLﬂSﬂT@
barcode scanner L1EgA)

« 1% Woridu Yealink RPS server lun1srikuQ Provision server IP.
logifunsavAuu Yealink Cloud server 31 Roinsavlkulkludodayanisav
AN Plextel Server A IP o: TS
TOEJ PLEXTEL IP 2:ClovidJu IP ﬂ K:)IF]SO\)HD mmsmoooawmsano connect
[udivla

« (VA1 Phone Config Uu PLEXTEL SERVER

-Make File




N1SAYA1 Yealink Phone — Yealink RPS Poise &

NNSALAN 1IUU Auto Provision

Redirection&Provisioning Server polse-001

« Login UV https://rps.yealink.com Yealink
Servers Search server names | (A search |
_! T U " ” T = | pp— [+ Add ][x Delete J[ Migrate ]
e IWU Server lQgnQUU “Add Server” lagavm oo

1Ju 1P YoV serverTEJﬁ' URL Uov Plextel Server s
Uuq anusulnuuavd
http://<ip address>/autoprovision 15U http://
192.168.0.10/autoprovision

<1 > f_Je  1-1/1

Yealink Network Technology Co.,Ltd,All Rights Reserved.
Contact Support of Yealink Corporate
Version 2.0.1




N1sAvA1 Yealink Phone - Yealink RPS i

* WU Device lagmsna Uu upload 11as 13onwaniasoul avld

Redirection&Provisioning Server =
J

-
Yealink

Devices Search MAC addresses I [ Search ]
Summary [+ Add ] [ X Delete ] [ Migrate ] [ Upload ] Results per page
- MAC Address Server IP Address Date Registered Last Connected
00-15-65-83-CE-D2 Main_Serve... 184.106.100.69 2017-08-08 07:42 2017-08-08 07:45
Servers 00-15-65-F1-E0-B4 Main_Serve... 184.106.100.69 2017-08-08 07:42 2017-08-08 07:45
Log -~ 00-15-65-11-DE-91 Main_Serve... 2017-08-08 07:42
-~ 00-15-65-7C-2F-58 Main_Serve... 2017-08-08 07:42
u 00-15-65-84-65-7D Main_Serve... 2017-08-08 07:42

<1 > [1_ Jeo 1-5/5

Yealink Network Technology Co.,Ltd,All Rights Reserved.
Contact Support of Yealink Corporate
Version 2.0.1




N1sAvAA Yealink Phone — PLEXTEL Paise &

e KALVINNSASIVIUDS extension UU plextel IRausoanad IKIUA menu “Advanced ->
Autoprovision” | . |
o NIUDS MAC address JovKoIASavINSAWARGoYNS U TRAsvAU 1aukiuigndovnns

» Menu
PHONE PROVISIONING CONFIG
» Status
» Report [ Phone Provisioning I Phone Common setting template I Phone setting template I Template Variable I Device Upgrade _
» Sound
» Call Features Show [l ¢ entries Copy CSV Excel PDF
» Call Center Search: _
E: i < -A < Ph hone i < i
R @ Enable xtension(Number/Name) MAC-Address one Setting ) Edit
1000(1000) 00156583ced2 Yealink_Normal B Apply Log Reboot(LAN only)
» Voice Interface
@) 1001(1001) Yealink_Normal Apply  Log | Reboot(LAN only)
{ ~ Advanced 1
O 1002(1002) Yealink_Normal B Apply Log Reboot(LAN only)
@D pgy Advanced Setting -~ ! .
~ i iq 1003(1003) Yealink_Normal Apply  Log | Reboot(LAN only)
= Network Setting M
¥ security 0 1004(1004) Yealink_Normal [ Apply  Log  Reboot(LAN only)
User Manager @] 1005(1005) Yealink_Normal Apply Log Reboot(LAN only)
User Type Manager
@ Screen pop-up Account O 1006(1006) Yealink_Normal [ Apply  Log  Reboot(LAN only)
BB Auto Provision @) 1007(1007) Yealink_Normal Apply. | (“Log.| [Reboot(LANonly)
s External Storage
External Device 0 1008(1008) Yealink_Normal Apply Log Reboot(LAN only)
plabescT e 0 009(1009 Yealink_Normal Appl Lo boot(LAN onl
& LDAP sync Menu 1009(1009) ‘ealink_Normal 9 pply g Reboot(LAN only)
® Update Version Showing 1 to 10 of 13 entries p . 2 Next Last]
E Backup and Restore
& ups Setting NOTE: for reboot phone must be in local LAN only, user may required to confirm command on phone, for auto provision phone only
HA Setup
B Asterisk CLI Apply All Import Export
@ License Management



N1sAVA1 Yealink Phone — PLEXTEL Paise

R1Ns factory default KoinSovinsAwr

« nadu OK AIBUSIUIaU 53U

e D:UJOADIU doUNIUDN “ Reset to
factory setting?”

» [k naYu oK |

*  KDIASOLDINS reset ANIJUANISY
Au Bov:aadalugn RPS server ->
PLEXTEL server cuduaaudalu




Connecting to PSTN

Poise
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misidoudalUgoguanslnsdwri (PSTN)

danuninsAwri Plextel sovsunisavAanguanli 3 sUluu

« Voice Interface Hardware : daKSuNISQangUaNNaQAVUU server

*  SIP Trunk / SIP Account : dksunisidoucialUgorlkusns VolP (VolP operator)
«  Gateway : dSumisidoulugvaunsaiiilavansuon (VolP Gateway)

» Menu

» Status

» Report

» Sound

» Call Features
» Call Center

» Manual Config

[ Voice Interface 1

SIP TRuNK SETTING

Incomming Name $ Outgoing Name $ Description $ Sip Server Address $ Username $ Status Edit &
No data available in table

‘Showing 0 to 0 of 0 entries

@ Delete Selected 4+ Add SIP Trunk Setting

W Voice intertace maraware |
@ PSTN Trunk Setting
© SIP Trunk Setting
) Gateway

» Advanced




Connecting to PSTN - SIP Account Poise

nisiBaudaludoyuarsinsAwr (PSTN)
uu SIP Account -

Trunk Name : trunk%%sip%%CAT2CALL

Description : CAT2CALL

- 1JumsiBouanguaniiuuna:adn lias -
TLJC)]_O\)TB_ hardwa re |WU|C_']U Sip Server Address : catnextgen.com

+ T S 1 + Tel Number/Username : +6624027999@catnextgen.com
«  dovl internet AINgVWOCdDNSIS -
\)F]U Allow Incomming :  Yes

Concurrent Call Support : 1

« DS Fix IP KSo 1Ja Firewall Optonat Nmber o i

to strip :
Optional: Dialing Prefix :
Record Incoming Calls : ~ Yes@No
Record Outgoing Calls :  Yes@No
Default Language : th

Advanced Setting : Yes

Authorization Name : 6624027999@catnextgen.com

Cancel Apply

.




Incoming Call Rules Pais &

lgdrSunisavAt nn d1KSU NSINS  wcomec
10InduIvasSarsuanindovns

e lgnowi:ouaiguanndoonisld T ) Bt =

«  MKuQSUIULYOYNSSUENYITN o T e e
e SOLSUNISALANYDIVIDANNCIVAU T == '
Toaawusn||aﬂ§U||uumuzb\)DawTd e oo S

e SOLSUNSHIVIU DID

& Delete Selected | + Add New Incoming Call  + Multiple Add Wizard




Outgoing Call Rules Poiso -

OutGoinG CALL

f5d1KkSun1sdoA nn dKSu n1s
Insoon

trunk:sip:Vega50_8FXO(enable)

Default(Default) y
gateway:sip:Vegab0(enable)

025000000¢
O 02 0[3457]xx0000K

« gnnnaUsUIuUYoLILOSING ’ =
a a ﬂ Default(Default) trunk:sip:3CX(enable)

(m] 3cx_New 44300 First/ All(disable)

(Call Pattern)

First / All(disable)

¢ SOVUSUKaNY Pattern cionn . - —

. Sao§Uﬂws|§aﬂawauaﬂTcﬁowu |
$ovnanAcwould . - T

¢ SOLSUNNSALAN Password oo
drrsunisinsoon - _—

y© A



Call Control

6@ kSunisitkuaans nslsviudksuiisoiufunda:ngu
(Group), IVR uov Plextel lagauisanduaunsidoiuisu

. anmMsinsoananguon

«  AWEUsalunsinss:kIvNgU

o MSIBOUWOABUWIAUANDY

Poise
Illl:llllllllluv

fault::Default::Default

CALL CoNTROLS

Default::Default::Default!
Poise::Home::All(
Poise::Remote::All(
Poise::Sale::All(
Poise::Engineer::All| vV vV v v v IV VIV
Home::Home::All( vvvaee- ' -8vvvvv
«««««
2 N M N N N NN NNEN]
vesaee / acseses

¢¢¢¢¢

¢¢¢¢¢

¢¢¢¢¢

¢¢¢¢¢
PO RO RO B N BC N BB N NN N
VOB RO RO B N BC B N B N NN

() Extensions Group (@ Outgoing Call (@l Call Features (@) Site2Site () Queue @ IVR () FAX () PBX link

.




> Menu

{ Status

4 System Status
“ system Statistic
|7 System Log
Q Service Status
L5 Ups status
CPU and RAM Status
& Active Call Status
& Active Call Log
T phone status Panel
@ Active Call Voice Quality
@ phone's Connection
. Active SIPChannel Status
» Conference Status
0 Inbound CallCenter
Inbound CallCenter (SUP)
@ Outbound CallCenter
® outbound calicenter (suP)
& Voicemail Box

» Report

» Sound

» Call Features
» Call Center

» Manual Config
» Advanced

» Voice Interface

Call Monitor

PHONE's CONNECTION STATUS
Latency Rate :

SIP Connection

Realtime Update :

Caller ID

IP Address

Plextel DWoABUlUNISasIvaRanIsrivIu vovdanua:aunsaldaidouldogvandea
Phone’s Connection status. 13lUN1SasIvaoUNIsIBoulovAurKDIAZaINsAWIa: Gateway

Status

va

1000
1001
1002
1003
1004
1005
1006
1007
1008
1008-SA
1009
1009-SA
1010
1011
1011-SA
1012
1013
1013-SA
1014
1014-SA
1015
1016
1017
1017-SA
1018
1018-SA
1019

1000_Ae-Unchalee(Admin)

1001_Kae-Sarunyon
1002_But-Tanabut
1003_Mint-Natsiya
1004_Thum-Visut
GM+Home
1006_Rung-Kwanrung
1007_Neung-Sorapop
GM

1009_Kea-Orawan

Conference
1011_AUM-Supphakrit

1012_Ton-Thitipoom
1013_Arm-Nattapol

1014_Mon-Tossaporn
1015_Amm-Jureeporn
Banky-Sira
1017_Mond-Wanasnan

1018

1019_Wang-Nuttapong

192.168.100.167
192.168.100.116
192.168.100.108
192.168.100.105
192.168.20.253
-none-
192.168.100.104
192.168.100.106
192.168.100.246
-none-
192.168.100.155
-none-

-none-
192.168.100.113
-none-

-none-
192.168.100.117
-none-

-none-

-none-
192.168.100.101
-none-
192.168.200.107
-none-
192.168.200.170
-none-

192.168.100.135

Plextel IP PBX Technology Versions 4.4.8

OK (63 ms)
OK (24 ms)
OK (12 ms)
OK (73 ms)
OK (89 ms)
UNKNOWN
OK (70 ms)
OK (82 ms)
OK (24 ms)
UNKNOWN
OK (6 ms)

UNKNOWN
UNKNOWN
OK (36 ms)
UNKNOWN
UNKNOWN
OK (15 ms)
UNKNOWN
UNKNOWN
UNKNOWN
OK (83 ms)
UNKNOWN
OK (73 ms)
UNKNOWN
OK (68 ms)
UNKNOWN
OK (85 ms)



Call Monitor

Technology

Active Call Status, [3lunisasaoaosumsidoiugovnisinsAwriiudoouu wSou s1gasdeaciiueg

» Menu

{ ~ Status

O System Status

d System Statistic

|7 System Log

3 Service Status

L2 ups status
CPU and RAM Status

LN Active Call Status

@ Active Call Log
Phone Status Panel

@ Active Call Voice Quality
Phone’s Connection

‘& Active SIPChannel Status

» Conference Status

O Inbound CallCenter
Inbound CallCenter (SUP)
Outbound CallCenter
Outbound CallCenter (SUP)

% Voicemail Box

YA

AcTivE CALL STATUS

Latency Rate : 5 seconds

=

Source - Destination(Max 25 characters) < Application < Duration < Command <
1008 100 VoiceMailMain 0:00:21 (o]l
Showing 1 to 1 of 1 entries
£ View Log
[ JOX ) 192.168.88.103

Channel Information

l General I PBX T Variables T CDR Variables _

-- General --

Name: SIP/1008-000000f4
Type: SIP

UniquelD: 1502280197.264
LinkedID: 1502280197.264
Caller ID: 1008

Caller ID Name: GM
Connected Line ID: (N/A)
Connected Line ID Name: (N/A)
Language: th

State: Up (6)

Rings: 0

NativeFormats: 0x8 (alaw)
‘WriteFormat: 0x8 (alaw)
ReadFormat: 0x8 (alaw)
WriteTranscode: No
ReadTranscode: No

1st File Descriptor: 27
Frames in: 2358

Frames out: 1735

Time to Hangup: 0
Elapsed Time: 0hOm47s
Direct Bridge:

Indirect Bridge:




UsUN wagy InAlulag $1ia
76 328aYUIN 2 IWIVAGIVIAY IWAAAIVIAY NSYINWY 10110
TﬂSFTWﬁ : 02-656-8598 Fax : 02-250-9769

THANK YOU.

www.poisetechnology.com
Facebook : Poise Technology

ID Line : @poisetechnology




